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(57) Abstract: The invention relates to a method 
for evaluating the processing time of a voice 
signal contained in data packets received in a 
receiving terminal equipped with a telephony 
module during a voice conversation established 
over a packet-switched network with an emitting 
terminal of these data packets. The inventive 
method comprises the following steps: obtaining 
(E32), from the received data packets, an audio 
packet stream containing the voice signal; 
decoding (E43), according to the predetermined 
decoding time, the obtained audio packet stream 
and creating a first reconstituted voice signal 
(Fl); duplicating (E36) at least a portion of 
the voice signal reconstituted by the telephony 
module, this portion of the reconstituted voice 
signal comprising a second voice signal (F2); 
determining (E39) the time lag existing between 
the first (Fl) and second (F2) voice signals; 
calculating (E40) the time D3 of the processing 
of the voice signal in the receiving terminal from 
at least the time lag measured between the first 
(Fl) and the second (F2) voice signals and the 
predetermined decoding time. 
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(57) Abrege : Un precede" devaluation du delai de traitement d'un signal de parole contenu dans des paquets de donnees recus 
dans un terminal recepteur equipe" d'un module de teldphonie, au cours d'une communication vocale 6tablie au travers d'un reseau a 
commutation de paquets avec un terminal emetteur desdits paquets de donnees, comporte les Stapes suivantes : obtention (E32), a 
partir des paquets de donnees recus, d'un flux de paquets audio contenant le signal de parole ; decodage (E43), selon un temps de 
d6codage predetermine, du flux de paquets audio obtenu et creation d'un premier signal de parole (FI) reconstitue ; duplication (E36) 
d'au moins une partie du signal de parole reconstitue par le module de tel6phonie, la partie du signal de parole reconstitue* constituant 
un second signal de parole (F2) ; determination (E39) du ddcalage temporel existant entre les premier (FI) et second (F2) signaux 
de parole ; calcul (E40) du d61ai "D3" de traitement du signal de parole dans le terminal recepteur, a partir d'au moins le decalage 
temporel mesure entre les premier (FI) et second (F2) signaux de parole, et le temps de d6codage redetermine. 



